In Webrtc, when SDP exchanges, audio/video SSRC in the RTP also
changes, while audio/video SSRC in the SDP doesn't change. Actually,
we hope SSRC both in RTP and SDP doesn't change anyway.

1. SSRC in local sessionDescription as follows(red):

v=0

o=- 1462362503348 1462362503348 IN IP4 0.0.0.0

S=-

t=0 0

a=group:BUNDLE sdparta_© sdparta_1

a=msid-semantic:WMS *

m=audio 1 RTP/SAVPF 111 9 © 8

c=IN IP4 0.0.0.0

a=rtcp:1 IN IP4 0.0.0.0

a=ice-ufrag:4e7boo97
a=ice-pwd:2c75968676ab094al113b2c5b70ca36f5
a=fingerprint:sha-256
18:52:BD:3F:1D:FD:BA:AD:1E:86:1E:50:BB:4D:9E:AB:31:7F:2A:AD:4E
:D3:F6:7A:4B:FB:97:F5:CB:2D:FE:8B

a=setup:actpass

a=recvonly

a=mid:sdparta 0

a=rtcp-mux

a=rtpmap:111 opus/48000/2

a=rtpmap:9 G722/8000

a=rtpmap:0 PCMU/8000

a=rtpmap:8 PCMA/8000

a=extmap:1lndrecv urn:ietf:params:rtp-hdrext:ssrc-audio-level
a=ssrc:1614737386 cname:{a6c922f7-6a4a-4932-85fd-3d8750971fff}
a=candidate:0 1 UDP 2122252543 192.168.2.11 60135 typ host
generation ©

m=video 1 RTP/SAVPF 100 126 97

c=IN IP4 0.0.0.0



a=rtcp:1 IN IP4 0.0.0.0

a=ice-ufrag:4e7boo97
a=ice-pwd:2c75968676ab094al113b2c5b70ca36f5
a=fingerprint:sha-256
18:52:BD:3F:1D:FD:BA:AD:1E:86:1E:50:BB:4D:9E:AB:31:7F:2A:AD:4E
:D3:F6:7A:4B:FB:97:F5:CB:2D:FE:8B
a=setup:actpass

a=sendrecv

a=mid:sdparta_1
a=msid:{9903abec-5db6-49d5-8933-0a7959b7f7f3}
{acdd74ca-ela6-4f09-b9e0@-fab20182b8fc}
a=rtcp-mux

a=rtpmap:100 VP8/90000

a=fmtp:100 max-fs=12288;max-fr=60
a=rtcp-fb:100 nack

a=rtcp-fb:100 nack pli

a=rtcp-fb:100 ccm fir

a=rtpmap:126 H264/90000

a=fmtp:126
profile-level-id=42e01f;level-asymmetry-allowed=1;packetizatio
n-mode=1

a=rtcp-fb:126 nack

a=rtcp-fb:126 nack pli

a=rtcp-fb:126 ccm fir

a=rtpmap:97 H264/90000

a=fmtp:97 profile-level-id=42e01f;level-asymmetry-allowed=1
a=rtcp-fb:97 nack

a=rtcp-fb:97 nack pli

a=rtcp-fb:97 ccm fir

a=ssrc:3006187734

cname: {a6c922f7-6a4a-4932-85fd-3d8750971fFf}

2.ssrc inrtp,From 3006187734 to 924576898



PeerConnection.getStats(null, function(stats) {
stats.forEach(function(entry) {
if (entry.type == 'outboundrtp' && entry.mediaType == 'video') {

console.log("out video=" + entry.id + + entry.ssrc);

//out video=outbound rtp video 1: 924576898
D)



